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Abstract

This paper presents the problem of the feature extraction techniques that has been used a
content-based analysis, classification and retrieval in audio data and proposes a course of the
preprocessing for a new contents-based retrieval methods. Because the feature vector according to
sampling value changes, the existing audio data analysis is problem that same music is appraised
by other music. Therefore, we propose waveform information extraction method of PCM data for
retrieval audio data of various format to contents-based. If this method is used, we can find that
audio datas that get into sampling in various format are same data. And it may be applied in
contents-based music retrieval system. To verity the performance of the method, an experiment
was done feature extraction using STFT and waveform information extraction using PCM data. As

a result, we could know that the method to propose is effective more.

» Keyword : 202 £Z 9lE F&(Audio feature vector extraction), 2L HME ZAH(Audio
Information Retrieval), L& 7|2t ZA(Contents-based retrieval)
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